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Click2Call

Introduction

This simple example shows how SIP Servlets can be used aldmgHWiP servlets as a
converged application to place calls from a web page. This exaompests of the following

steps:

Alice and Bob each register a SIP Softphone

Alice clicks on the “Call” link to place a call to Bob
Alice's phone rings

When Alice picks up her phone, Bob's phone rings
When Bob answers his phone, the call is connected
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When one of them hangs up, the other one is also disconnected

Approach

Open up a browser tottp://localhost:8080/click2callif you have no registered SIP clients

you will be asked to register at least two.
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No registered users. Please register at least two SIP User Agents.

Configuring two SIP softphones

There are a lot of SIP softphones, which can be used. The ones | tried wereN{rj# . ite,
Zoiper, SJPhone and the Windows Messenger 5.1. However, | was just abékdothe



combination of SJPhone 1.65 and Windows Messenger 5.1 work. That's why ma tritbri

include these two softphones.

Setting up the first phone using SJPhone:

You can download the SJ Labs SJPhone fnttm//www.sjlabs.com/sjp.html

After downloading and installing the software, open it and go tptit@s” under

“Menu”.

Create a new profile named “Alice” under “Profiles” tab.
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In the “Profile Options” click on the “SIP Proxy” tab. Enter “nggtv” in the
“Domain/Realm” field.

Go to the “SIP Registration” tab. Check “Register with Registrar”.

Check “Use separate Registrar” and tgge127.0.0.1:508nto the field.

Uncheck “Unregister only registered contact”.



Setting up the second phone using Windows Messenger:

Note that only Windows Messenger 5.1 supports SIP, neither the oldérenoewer versions

have a SIP service. You can download Windows Messenger 5.1 from the Microsofewebsi

After downloading and installing, go to “Tools / Options / Accounts”.

Check “My contacts include users of a SIP Communications Sendnd” type
“bob@nist.goVas the Sign-in name.

Click on “Advanced”, check “Configure settings” and enter “127.0.0.1:5080” as
server name or IP address. Connect using “UDP”.



RTP session between Alice and Bob

After the registration you will see a table with all registeredclénts.

And now, you can test the Click2Call example by initiating calls betwdies and Bob.



